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— SIP Profile Information

Name*
Description
Default MTP Telephony Event Payload Type*
Early Offer for G.Clear Calls*
User-Agent and Server header information*
Version in User Agent and Server Header*
Dial String Interpretation*
Confidential Access Level Headers™®
Redirect by Application
Disable Early Media on 180
Outgoing T.38 INVITE include audio miine
Use Fully Qualified Domain Name in SIP Requests

Assured Services SIP conformance

<<€ <<

SDP Information
SDP Session-level Bandwidth Modifier for Early Offer and Re-invites*

SDP Transparency Profile
Accept Audio Codec Preferences in Received Offer®
Require SDP Inactive Exchange for Mid-Call Media Change
Allow RR/RS bandwidth modifier (RFC 3556)

— Parameters used in Phone

\er Invite Expires (seconds)*

Timer Register Delta (seconds)*

\er Register Expires (seconds)*

Retry INVITE*

Retry Non-INVITE®
Start Media Port*

Stop Media Port*
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call Pickup URT*

call Pickup Group Other URT*

call Pickup Group URT*

Meet Me Service URT*

User Info*

DTMF DB Level*

Call Hold Ring Back*

‘Anonymous Call Block*

Caller ID Blocking*

Do Not Disturb Control *

Telnet Level for 7940 and 7960*
Resource Priority Namespace

Timer Keep Alive Expires (seconds)*
Timer Subscribe Expires (seconds)*

Timer Subscribe Delta (seconds)*

Off Hook To First

Call Forward URT*

Speed Dial (Abbreviated Dial) URT*

! Conference Join Enabled
RFC 2543 Hold

! Semi Attended Transfer
Enable VAD
Stutter Message Waiting

MLPP User Authorization

K<€ <CCC

Normalization Script
Normalization Script

Enable Trace
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Incoming Requests FROM URI Settings
Caller ID DN

Caller Name

~ Trunk Specific Configura
Reroute Incoming Request to new Trunk based on*

RSVP Over SIP*
Resource Priority Namespace List
¥IFall back to local RSvP

SIP Rel1XX Options*

Video Call Traffic Class*

Calling Line Identification Presentation*

Session Refresh Method*

Early Offer support for voice and video calls*
Enable ANAT
Deliver Conference Bridge Identifier

Allow Passthrough of Configured Line Device Caller Information

Reject Anonymous Inco

g Calls
Reject Anonymous Outgoing Calls

Send ILS Learned Destination Route String

<

<

<<€ <«

[— SIP OPTIONS Ping

I Enable OPTIONS Ping to monitor destination status for Trunks with Service Type "None (Default)"

Ping Interval for In-service and Partially In-service Trunks (seconds)*
Ping Interval for Out-of-service Trunks (seconds)*
Ping Retry Timer (milliseconds)*

Ping Retry Count™

[— SDP Information

Send send-receive SDP in mid-call INVITE
Allow Presentation Sharing using BFCP

Allow iX Application Media

Allow multiple codecs in answer SDP
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— Pattern Definition

Route Pattern*
Route Partition
Description
Numbering Plan
Route Filter

MLPP Precedence

[ apply call Blocking Percentage

Resource Priority Namespace Network Domain

Route Class*
Gateway/Route List*

Route Option

\+13217243780

PA_HARRIS

Find

Lync Inbound test

- Not Selected -

< None >

Default

< None >

Default

RL_ROC_Lync2013

® Route this pattern

O Block this pattern

No Error

Call Classification™®

onNet

v

External Call Control Profile

< None >

v

[Jallow Device Override []provide Outside Dial Tone []Allow Overlap Sending [] urgent Priority

[Jrequire Forced Authorization Code

Authorization Level* o

[JRequire Client Matter Code

(edit)

~ cal

g Party Transformations

[Juse calling Party's External Phone Number Mask

cal

g Party Transform Mask

Prefix Digits (Outgoing Calls)

cal

g Line ID Presentation* [ Allowed

calling Name Presentation* [ Allowed

Calling Party Number Type* [ Cisco CallManager

g Party Numbering Plan* [ Cisco CallManager

<[« <]«
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— Connected Party Transformations

Connected Line ID Presentation* [[Allowed

Connected Name Presentation® [Allowed

— Called Party Transformations
Discard Digits < None >

Called Party Transform Mask

Prefix Digits (Outgoing Calls)

Called Party Number Type* [ Cisco CallManager

Called Party Numbering Plan* [ Cisco CallManager

— ISDN Network-Specific Fac

s Information Element

Network Service Protocol [ ot Selected -

Carrier Identification Code

Network Service

- Not Selected

Service Parameter Name

< Not Exist >
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— Device Information

Product: SIP Trunk

Device Protocol: sip

Trunk Service Type None(Default)

Device Name* RoCLNCMSO1

Description Lync 2013 Rochester Mediation Server 01

Device Pool* DP_OVH_ROC_Lync2013 v
Common Device Configuration < Nome > v
Call Classification™® OnNet hd
Media Resource Group List MRGL_Lync v
Location* IRF Vi
AAR Group < None > v
Tunneled Protocol® None Vi
QSIG Variant* No Changes v
ASN.1 ROSE OID Encoding* No Changes v
Packet Capture Mode™® None v
Packet Capture Duration o

Media Termination Point Required

Retry Video Call as Au

Path Replacement Support
[Jransmit UTF-8 for Calling Party Name

Transmit UTF-8 Names in QSIG APDU
[Cunattended port

[JSRTP Allowed - When this flag is checked, Encrypted TLS needs to be configured in the network to provide end to end security. Failure to

Consider Traffic on This Trunk Secure® When using both sRTP and TLS v
Route Class Signaling Enabled™ Default hd
Use Trusted Relay Point® Default hd

PSTN Access

[Jrun on All Active Unified CM Nodes

E.164 Transformation Profile [ < None > hd
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— MLFF and Lonfidential Access Level

Anformation

MLPP Domain < None >

Confidential Access Mode [ < None >

Confidential Access Level

— Call Routing Informat

Remote-Party-1d

Asserted-Identity

Asserted-Type* [Default

1P privacy* [ Default

[ Inbound Calls

Significant Digits* Al

Connected Line ID Presentation™ [Allowed

Connected Name Presentation® [Allowed

Calling Search Space CSS_LYNC OUTBOUND

AAR Calling Search Space < None >

<<€«

Prefix DN

[ Redirecting Diversion Header D

ery - Inbound

[~ Incoming Calling Party Settings

Number Type

Incoming Number- Default

Clear Prefix Settings

Default Prefix Settings

Strip Digits

Calling Search Space

< None >

v

If the administrator sets the prefix to Default this indicates call processing will use prefix at the next level setting (DevicePool/Service Parameter). Otherwise, the value configured is used as the prefix unless the field is empty in which case there is no prefix assigned.

Use Device Pool CSS.

[~ Incoming Called Party Settings

If the administrator sets the prefix to Default ti

Number Type

icates call processing

Incoming Number- Default

Il use prefix at the next level setting (DevicePool/Service Parameter). Other

Clear Prefix Settings

Default Prefix Settings

Strip Digits

Calling Search Space

< None >

v

e, the value configured is used as the prefix unless the field is empty in which case there is no prefix as:

ned.

Use Device Pool CSS.
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Connected Party Settings

Connected Party Transformation CSS

< None > v

Use Device Pool Connected Party Transformation CSS

— Outbound Calls

Called Party Transformation CSS.

< None > v
Use Device Pool Called Party Transformation CSS.

calling Party Transformation CSS. < None > hd
Use Device Pool Calling Party Transformation CSS

calling Party Selection* Originator hd

calling Line ID Presentation* Default hd

Calling Name Presentation* Default hd

Calling and Connected Party Info Format™ [Deliver URT and DN in connected party, if available

[JRedirecting Diversion Header Delivery - Outbound

Redirecting Party Transformation CSS [ < None > v

Use Device Pool Redirecting Party Transformation CSS

Caller Informat

Caller ID DN

Caller Name.

Maintain Original Caller ID DN and Caller Name in Identity Headers

- SIP Information

— Destination

[ pestination Address is an SRV

Destination Address Destination Address IPv6

Destination Port  Status Status Reason

a0

11.102.220.15

5060 up.

Duration
Time Up: 0 day 17 hours 41 minutes

E
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711ulaw v
BLF Presence Group™® Standard Presence group v
SIP Trunk Security Profile* Lync 2013 Security Profile v
Rerouting Calling Search Space CSS_LYNC OUTBOUND v
Out-Of-Dialog Refer Calling Search Space [ Css_LYNC OUTBOUND v
SUBSCRIBE Calling Search Space < None > v
x
SIP Profile Lync 2013 SIP Profile V] view petails
DTMF Signaling Method* RFC 2833 hd
— Normalization Script
Normalization Script [ < None > hd
¥|Enable Trace
Parameter Name Parameter Value
1 =IR=]

[ Recording Information
@® None

(O This trunk connects to a recording-enabled gateway

trunk connects to other clusters with recording-enabled gateways

— Geolocation Configuration

Geolocation < None > v

Geolocation Filter [ < None > hd

[Jsend Geolocation information

save | [ Delete | [Reset | [ Add New




